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1
PHASE SLOPE REFERENCE ADAPTED FOR
USE IN WIDEBAND PHASE SPECTRUM
MEASUREMENTS

BACKGROUND

Many measurements of interest are generated by applying
arepetitive signal to a device under test (DUT) and measuring
the frequency response of the output of the DUT. In one
common configuration, the output of the DUT is down con-
verted in a mixer to an IF signal that is digitized by an
analog-to-digital converter (ADC). The ADC output is then
transformed using a FFT to provide a measurement of the
amplitudes and phases of the tones in the output signal. The
tones will be separated by a frequency that is determined by
the repetition rate of the input signal. If the measurement is
repeated, the amplitude of the tones and their frequencies will
remain the same to within the experimental errors. Hence,
spectra that depend only on the amplitude of the tones can be
compared from time to time.

The phases of the tones as a function of frequency depend
on the starting time of the sample sequence digitized by the
ADC relative to some fixed starting point of the repetitive
sequence. If this time changes, the phases as a function of
frequency also change. Hence, comparing two phase mea-
surements taken at different times presents significant chal-
lenges. For many measurements, it is the relationship
between the phases as a function of frequency that is of
interest. In these cases, normalization procedures are used to
generate a set of normalized phases that are independent of
the time the ADC sequence starts relative to the repetitive
signal and in which the desired relationship can be examined.

However, there are measurements in which two different
frequency spectra are measured at different times, and the
problems associated with the phases of the tones cannot be
easily overcome by a simple phase normalization process.

SUMMARY OF THE INVENTION

The present invention includes a method and apparatus for
generating a normalized phase spectrum from a signal having
a plurality of tones, the apparatus includes a first receiver
having a first signal port adapted to receive a first test signal
having a first plurality of tones and a reference port adapted to
receive a phase slope reference signal including a reference
tone and to generate a sequence of digital values therefrom
starting from a first time. The apparatus also includes a signal
digitizer that digitizes the received first test signal to generate
a sequence of digitized values of the received first test signal
starting at the first time and a phase spectrum generator that
generates a first normalized phase spectrum that is indepen-
dent of the first time from the digitized values of the received
first test signal and the received phase slope reference signal.

In one aspect of the invention, the first plurality of tones in
the first test signal includes a sequence of tones ordered by
frequency, and each tone is separated from a neighboring tone
in the sequence of tones by a frequency that is a rational
multiple of the reference tone. The spacing between indi-
vidual tones may be different. In another aspect of the inven-
tion, the rational multiple of the reference tone is an integer
multiple of the reference tone. In yet another aspect of the
invention, the tones are equally spaced in frequency having an
inter-tone frequency equal to the reference tone.

In a still further aspect of the invention, the signal digitizer
includes a first ADC that digitizes the signal from the signal
port to form a first ordered sequence of signal values starting
at the first time and a second ADC that digitizes a signal from
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the reference port to form a second ordered sequence of signal
values starting at the first time. In one aspect of the invention,
the phase spectrum generator transforms the first and second
ordered sequences of signal values to first and second phase
spectra, respectively. The first phase spectra includes a phase
for each tone in the first test signal, and the second phase
spectra includes a reference phase of a tone at the reference
tone. The reference phase is used to normalize the phases of
tones in the first phase spectrum.

In yet anther aspect of the invention, the signal digitizer
adds the phase reference signal to the input signal prior to
digitizing the first test signal.

In another aspect of the invention, the apparatus includes a
numerically controlled oscillator connected to the reference
port, the numerically controlled oscillator generating the
sequence of digital values of the phase slope reference signal.

In yet another aspect of the invention, the apparatus
includes a controller that causes the signal port to receive the
first test signal that includes the first plurality of tones which
includes a first highest tone and a first lowest tone, and causes
the phase spectrum generator to generate the first normalized
phase spectrum therefrom. The controller also causes the
signal port to receive a second test signal which includes a
second plurality of tones having a second highest tone and a
second lowest tone, and causes the phase spectrum generator
to generate a second normalized phase spectrum therefrom.
The controller combines the first normalized phase spectrum
with the second normalized phase spectrum to create a third
normalized phase spectrum having a third lowest tone and a
third highest tone, wherein the third lowest tone is equal to
one of the first lowest tones and the second lowest tone and the
third highest tone is equal to one of the first highest tones and
the second highest tone.

In a still further aspect of the invention, the apparatus
includes a second signal port adapted to receive a second test
signal which includes a second plurality of tones, the signal
digitizer digitizing the received second test signal starting at
the first time, wherein, the phase spectrum generator gener-
ating a second normalized phase spectrum that is independent
of the first time from the digitized values of the received
second test signal and the received phase slope reference
signal.

In another aspect of the invention, the apparatus includes a
second receiver having a first signal port adapted to receive a
first test signal which includes a first plurality of tones and a
reference port adapted to receive a phase slope reference
signal which includes a reference tone. The second receiver
also includes a signal digitizer that digitizes the received first
test signal and the phase slope reference signal starting at a
second time and a phase spectrum generator that generates a
first normalized phase spectrum that is independent of the
second time from the digitized values of the received first test
signal and the received phase slope reference signal. The first
receiver is remote from the second receiver, and the phase
slope reference signal of the first receiver is synchronized
with the phase slope reference signal of the second receiver.

An apparatus according to the present invention can be
used to measure properties of a DUT. In one measurement
method according to the present invention, a first phase slope
reference signal that includes a reference tone is received and
used to generate a first reference sequence of digital values
from the first phase slope reference signal starting from a first
time. The first reference sequence is transformed into a first
reference phase spectrum. A first test sequence of digital
values is generated from the test signal starting from the first
time, and transformed into a first test phase spectrum. A first
normalized test phase spectrum that is independent of the first



US 9,350,470 B1

3

time is generated from the first test phase spectrum and the
first reference phase spectrum.

In one aspect of the invention, the first test signal is applied
to a DUT and a second test signal includes a second plurality
of'tones which is received from the DUT. A second sequence
of digital values starting at the first time is generated from the
second test signal. A second normalized phase spectrum that
is independent of the first time is generated from the digitized
values of the received second test signal and the received first
phase slope reference signal. A property of the DUT is then
determined from the first and second normalized phase spec-
tra.

In another aspect of the invention, the first test signal is
applied to a DUT and a second test signal which includes a
second plurality of tones is received from the DUT. A second
sequence of digital values is generated from the second test
signal starting at a second time from the second test signal,
and a second reference sequence of digital values is generated
from a second phase slope reference signal that includes the
reference tone. A second normalized test phase spectrum is
generated from the second sequence of digital values from the
second test signal that is independent of the second time. The
first and second phase slope reference signals are synchro-
nized in time.

BRIEF DESCRIPTION OF THE DRAWINGS

FIG. 1 illustrates a receiver that utilizes the phase normal-
ization procedure of the present invention.

FIG. 2 illustrates the manner in which a phase normaliza-
tion system according to the present invention can be used to
perform a spectrum stitching measurement.

FIG. 3 illustrates another example of a receiver that utilizes
the phase normalization method of the present invention.

FIG. 4 illustrates the manner in which a long cable can be
characterized utilizing the phase normalization procedure of
the present invention.

FIG. 5 illustrates a receiver in which the phase slope ref-
erence signal is combined with the signal being measured.

DETAILED DESCRIPTION

In many measurement systems, the goal is to characterize
the effect of a DUT on an input signal. To accomplish such
tests, a repetitive signal is input to the DUT and the amplitude
and phase of the component frequencies in the input signal are
measured at the output of the DUT. A test that involves mea-
suring the alteration of the phase of each input tone by the
DUT presents significant challenges unless the input signal
and output signal from the DUT are measured at the same
time. Any repetitive signal, S(t), can be represented by a
multi-tone signal of the form

S(t)=Ay+Z4,, cos(kot+0,)

where A, is the amplitude of the k” tone, 0, is the phase of the
k” tone and kw is the frequency of that tone. Consider the case
in which the t=0 point in time is moved. That is, define a new
time, t'=t-t,.

SW)= Ao+ Y Avcoske(t’ +10) +6,)
=Ao+ ZAkcos(kwt’ + kwto + 6;)

=Ag+ ZAkcos(kwt’ +d)

where
O, =kwity+6;
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Here, @, is the phase in the new time system. From the
equation above, it is clear that the amplitudes of the tones do
not depend on the choice of the t=0 point in time, but the
phases do. Consider the case in which all 6, are 0. That is, in
the original time coordinate system, 0 as a function of'k is 0.
In the new coordinate system, the phases, @, now are a linear
function of k.

Consider a simple experiment in which S(t) is applied to a
DUT and the output of the DUT is analyzed by a receiver in
which the output signal from the DUT is digitized to form a
sequence of time samples that are then transformed by an FFT
to obtain a spectrum having amplitudes and phases of the
tones in the output signal. To simplify the discussion, it willbe
assumed that the input signal is chosen such that 6, is 0 for all
k and that all A, values are known. It will also be assumed that
the output of the receiver is converted to a time signal of the
form

S'(t')=d ', +3A4", cos(kot'+®,)

Here, again, t=t'-t,. Consider the case in which the phase
change as a function of frequency that is introduced by the
DUT is to be determined. Denote the DUT induced phase
change in the k™ tone by Q,. Then,

O =kwitg+ Oy

Hence, even though 6, is known and equal to 0, the value of
Q,. cannot be obtained from the receiver output unless t, is
known or mt, is a multiple of 360 degrees. The quantity wt, is
referred to as the phase slope in the following discussion. If
the two signals are measured at the same time, then t,=0.
However, in many cases of interest, the value of to in the
receiver is not known. That is, the time at which the first
sample that is used in the Fourier transformed sequence is
measured is not known relative to the time the input signal to
the DUT had some predetermined phase.

For some measurements, the lack of knowledge with
respect to t, does not prevent the information of interest from
being obtained. For example, if the attenuation of the signal as
a function of frequency is the goal, the output of the receiver
together with a knowledge of the input signal amplitudes is
sufficient. In some measurements, the goal is to determine the
extent to which the Q, are constant as a function of k. In this
case, a plot of the @, as a function ofk is sufficient. If the plot
is a line, then the Q, were constant as a function of K.

Consider a series of measurements made in which t, is not
known. Each set of measurements will have a different asso-
ciated to value. Hence, kw, value for any given set of mea-
surements will be different from that of every other set of
measurements. This variation makes it difficult to gain insight
into the values of the Q. between measurements. Accord-
ingly, various schemes for converting the measured phases
into “normalized” phases in which the variations due to the
variations in to between measurements are suppressed have
been put forward. In principle, the normalized phases as a
function of frequency can then be compared to one another
without the distortion introduced by the to term discussed
above.

The normalization procedure has two parts. First, a phase
value is subtracted from all of the phases. In one example, the
value of @, is subtracted from each of the measured phases, so
that the first component of the normalized phases is always
zero. However, in other schemes, the phase at the mid point,
last point, or the average of all phases, is subtracted.

Next, an approximation to wt,, is computed from the mea-
sured phases. Note that in the simple case in which the Q. are
constant, wt,, is the slope of the @, as a function of k. Denote



US 9,350,470 B1

5

this approximation by W. The normalized phases are obtained
from the offset phases by subtracting a phase equal to (k—-1)W
from the k™ offset phase.

@'\ =D,~P,

Q" =D~ (=1

Here, the @', are offset phases, and the ®", are the normal-
ized phases. This procedure assumes that a good approxima-
tion to W can be obtained from the measured phases. If the
variation of the Q, with k is relatively small, fitting the ®, to
a straight line will provide a reasonable approximation to W,
the slope of that line being W. However, in many cases of
interest, that assumption is not valid.

The present invention overcomes this problem by utilizing
a phase standard that provides a value of W that is relevant to
the actual measurements that are made without relying on the
measured values to deduce some approximation to W. The
phase standard is provided by an oscillator having a fre-
quency equal to that of the spacing between the tones in the
input signal. The output of this oscillator is digitized at the
same time as the input signal, and hence, the phase of the
spectrum derived from this oscillator provides an accurate
measure of W.

The manner in which a normalization procedure according
to the present invention is accomplished can be more easily
understood with reference to FIG. 1, which illustrates a
receiver that utilizes the phase normalization procedure of the
present invention. Receiver 20 processes two signals. The
first signal is generated by a mixer 12 that down converts a
periodic input signal using a local oscillator (LO) 11. To
simplify the drawing, the bandpass filter between the mixer
and the input to the receiver has been omitted from the draw-
ing.

The output of mixer 12 is a series of tones having an
inter-tone separation of Am which is determined by the period
of the periodic input signal that is input to mixer 12. The
output of mixer 12, after being appropriately filtered, is digi-
tized by a first ADC 21 in receiver 20. The output of ADC 21
is then converted to a first frequency spectrum by FFT circuit
22. The phases as a function of frequency in the first fre-
quency spectrum are shown at 23. To simplify the drawing,
the amplitudes as a function of frequency have been omitted
from the drawing.

Receiver 20 also includes a second input port that receives
a signal from a reference oscillator that will be referred to as
the phase slope reference in the following discussion. The
phase slope reference source consists of an oscillator having
a frequency Aw. The output of phase slope reference 29 is
digitized by a second ADC 24 and transformed to a second
frequency spectrum by FFT circuit 25 to produce a second
frequency spectrum having a single amplitude and phase, @,
shown at 26. Again, the amplitude of the spectral component
in the second spectrum has been omitted. The output of FFT
circuit 25 is then used by phase normalizer 27 to normalize
the phases in spectrum 23 to generate a normalized spectrum
whose phases are normalized according to the procedure
discussed below. The normalized phases of the normalized
spectrum are shown at 28. Again, the amplitudes of the nor-
malized spectrum have been omitted to simplify the drawing.
However, the amplitudes of the normalized spectrum are the
same as the amplitudes of the spectrum generated by FFT
circuit 22.

It should be noted that ADC 21 and ADC 24 operate on the
same clock, and hence, the spectra created by converting the
output of each ADC have the same phase term wt, discussed
above. That is, ®,=wt,, for the spectrum generated by FFT
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circuit 22. Phase normalizer 27 then uses this known value of
wt, to normalize the phases of the spectrum generated by FFT
circuit 22 in a manner analogous to the phase normalization
procedure discussed above, namely:

D=0 -,

D" ="~ (k-1)*Dp

The normalized phases generated by receiver 20 will be the
same on repeated measurements made at different times,
since the variations in starting times are captured by the
processing of the phase slope reference. It should be noted
that the first normalized phase is set to have a zero phase.
However, in principle, any fixed phase could be used for the
first normalized phase.

The manner in which a phase normalizer according to the
present invention can be used to improve a number of mea-
surements that depend on phase measurements taken at dif-
ferent times will now be discussed in more detail.

The present invention provides significant improvements
in systems that utilize “stitching” to piece together a spectrum
for a test signal that has much greater bandwidth than that of
the receiver. Consider a case in which the input to mixer 12
shown in FIG. 1 has a bandwidth that is much larger than the
bandwidth of receiver 20. For example, the input signal could
have a bandwidth of 100 MHz while FFT circuit 22 can only
generate a signal having a bandwidth of 20 MHz. The goal of
the receiver is to generate a spectrum covering the entire 100
MHz range from the component measured 20 MHz spectra.
In conventional analyzers, the receiver would measure six or
more overlapping spectra by varying the frequency of LO 11.
Each component spectrum would have a bandwidth of 20
MHz and a frequency range that would partially overlap that
of'a neighboring component frequency. While combining the
component amplitude spectra is straightforward, stitching
together the phases to provide a phase as a function of fre-
quency that could have been obtained from a single 100 MHz
receiver presents significant challenges, because each com-
ponent spectrum has a difterent W value with a different LO
frequency which introduces another phase of offset.

In the prior art the component spectra overlap one another.
The overlapped data is then used to calculate the relative
phase offset and W values of the component spectra to
achieve alignment. For example, the W value of component
spectrum 2 may be adjusted until the overlap areas of com-
ponent spectra 1 and 2 have the W value, then the offset of
component spectrum 2 is adjusted until the overlap areas have
the same average offset. The resulting concatenated signal
may then be normalized as described previously to remove
the random slope and offset inherent in these measurements.

One problem with this technique is that measurement noise
can cause errors in the alignment. Phase offset errors are
usually very small and are easy to minimize. However, errors
in W can be large since they are very sensitive to the amount
of frequency overlap and will accumulate over the stitching of
multiple component spectra. To reduce the errors, the overlap
areas must be very large, which increases the number of
component spectra that must be utilized to span the desired
frequency range.

Refer now to FIG. 2, which illustrates the manner in which
aphase normalization system according to the present inven-
tion can be used to perform a spectrum stitching measure-
ment. To simplify the following discussion, the present
example requires only two component spectra to provide a
stitched spectrum; however, it will be apparent from this
example that the procedure can be expanded to provide for
stitching many more component spectra. Once again, the
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amplitude spectra have been omitted from the drawing; how-
ever, it is to be understood that there is a corresponding
amplitude spectrum for each of the phase spectra discussed
here.

For the purposes of this example, an input signal having a
100 MHz frequency band of interest is assumed as shown at
33. It will be assumed that there are 11 tones of interest, m,
through w, , . in this input signal. This repetitive signal is input
to mixer 12 which uses LO 11 and filter 31 to down convert
the spectrum to a first component IF signal shown at 34A. The
frequency of LO 11 is set by controller 35. Component spec-
trum 34A includes tones w, through w4 and has a bandwidth
of approximately 50 MHz. This IF signal is digitized by
receiver 20 in the manner discussed above to generate a first
normalized phase spectrum 36A spanning frequencies m,
through w,. Phase slope reference 29 is set to a frequency
Aw=m,-m,. After normalized phase spectrum 36A has been
generated, controller 35 sets the frequency of LO 11 such that
an [F spectrum spanning tones wg through m,, is obtained as
shown at 34B. A corresponding normalized phase spectrum
36B is obtained from receiver 20.

Controller 35 combines normalized spectra 36 A and 36B
to provide the stitched spectrum shown at 36C. The stitching
operation consists of adding an offset phase equal to the
difference in phase between the two wg components of 36A
and 36B to each phase in normalized phase spectrum 36C.
Hence, the only overlap in the component spectra required by
the present invention is a small overlap that ensures that the
tone at w, is present in both of the component spectra. While
the above example only involved two component spectra, the
same procedure can be used to stitch a third component spec-
tra onto the already stitched first and second component spec-
tra. The procedure merely involves setting LO 11 to select the
third component spectrum, generating a third normalized
phase spectrum for the third component spectrum, and then
adding a phase offset equal to the phase of the last component
in the already stitched normalized spectrum to each phase in
the third normalized phase spectrum.

In the above-described embodiment, the higher tone seg-
ment is stitched to the lower tone segment. However, the order
in which the two component signals are stitched can be var-
ied. For example, the higher frequency signal can be kept as
the growing component with each lower frequency segment
being added to that component.

The phase normalization system of the present invention
depends only on the inter-tone spacing of the spectrum whose
phases are to be normalized. The same phase slope reference
can be used to normalize spectrums having different frequen-
cies but the same inter-tone frequency. Refer now to FIG. 3,
which illustrates another example of a receiver that utilizes
the phase normalization method of the present invention.
Receiver 40 is configured to provide data for characterizing a
mixer 61. In this arrangement, a multi-tone test signal 55 is
split by splitter 63 into a first signal that is input to mixer 61,
the second signal is input to a port of receiver 40. An LO 62,
which is controlled by controller 53, down converts this test
signal to a second multi-tone signal having the same inter-
tone spacing. This down-converted signal is input to a second
port of receiver 40. The signal’s input to the input ports of
receiver 40 are converted using a single LO 41. The input
signal from splitter 63 is down converted using mixer 42
whose output is digitized by ADC 43 and converted to a
frequency spectrum by FFT 44. Similarly, the output from
mixer 61 is down converted by mixer 45 to generate a second
spectrum via ADC 46 and FFT 47.

To characterize mixer 61, the phases of the spectra gener-
ated by FFT 44 and FFT 47 are compared. However, these
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spectra have different phase slopes, and hence, comparing the
two spectra presents challenges. These challenges can be
overcome by using phase normalization of the spectra. How-
ever, as noted above, phase normalization systems that rely on
the spectra to determine the phase slope are unreliable. The
present invention overcomes this by using phase reference
generator 48 whose output is digitized and converted to a
phase slope reference by ADC 49 and FFT 50. Phase normal-
izer 52 operates in a manner analogous to phase normalizer 27
discussed above, but operates on two signals using the same
phase slope reference. This phase reference provides the rel-
evant phase slope and can be used with both spectra, since
each spectrum has the same inter-tone spacing. Hence, con-
troller 53 can now characterize mixer 61.

Characterizing a long cable presents another technical
problem in which two phase spectrums must be compared. In
the case of a long cable or an antenna range, the test ports of
the DUT are very far apart, and hence, measuring the trans-
mission phase through the system requires a mechanism to
synchronize two measurements at distant locations. Refer
now to FIG. 4, which illustrates the manner in which a long
cable 71 can be characterized utilizing the phase normaliza-
tion procedure of the present invention. In this arrangement,
an RF test signal 72 having a plurality of regularly spaced
tones is split by a splitter 73. Part of the test signal is charac-
terized locally using a receiver 81 after down converting the
signal using mixer 76 and LLO 77. The other part of the test
signal is sent through cable 71 and down converted using
mixer 74 and L.O 75. The normalized phase spectrum of the
signal at receiver 81 is generated using a local phase slope
reference 82. Similarly, a normalized phase spectrum of the
signal at receiver 84 is generated using a second local phase
slope reference 85. In one aspect of the invention, the two
phase slope references are synchronized. The time bases of
the two receivers can be synchronized using the GPS system.

The system overcomes problems that have limited the prior
art systems for characterizing long cables. First, creating an
extremely wideband test signal, e.g. 20 GHz, for testing the
cable presents significant challenges. Using the present
invention, a source with a moderate bandwidth of tones hav-
ing a plurality of tones can be used. A group of such tones can
be stepped through the wideband of interest. The results are
then stitched together on both sides of the cable by using the
phase slope reference in a manner analogous to that described
above with reference to stitching results at the receiver.

Measuring the electrical delay through the cable using
prior art systems also presents significant challenges, since
the transmitter and receiver did not share a common synchro-
nous trigger. Here again, the transmitter and receiver make
measurements at different times, hence, the delay of the DUT
cannot be determined. If the input and output receiver mea-
surements are normalized to the Phase Slope References, then
the normalized measurements are time-independent. Hence,
a synchronous trigger is not required between the transmitter
and receiver. In the present invention, the system is calibrated
by connecting the two receivers directly to each other, mea-
suring the difference between the input and output phase
plots, and using the result to normalize all future measure-
ments.

In the above-described embodiments, the phase slope ref-
erence is shown as a physical oscillator. However, the phase
slope reference need not be a physical source. For example,
the phase slope reference could be implemented as a numeri-
cally controlled oscillator (NCO) in software. Using an NCO
has a number of important advantages. An NCO is small, low
noise, fast tuning, high resolution, low cost, wide bandwidth,
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and easy to reconfigure. An NCO can be configured to output
digital values directly, and hence, a separate ADC is not
needed.

In the above-described embodiments, the phase slope ref-
erence has a frequency equal to the inter-tone spacing in the
test signal. However, other frequencies could be used. For
optimal performance, the frequency of the phase slope refer-
ence should be chosen such the inter-tone frequency spacing
is an integer multiple of the frequency of the phase slope
reference.

In the above-described embodiments, the test signal was a
multi-tone signal having equal spacing between the tones.
However, the technique of the present invention will work as
long as the spacing between any two frequencies in the test
signal is a rational multiple of the phase slope reference.
Integer multiples are preferred. The maximum phase shift
between successive tones that can be resolved with an integer
multiple is 360 degrees. If a non-integer rational multiplier is
used the maximum phase shift that can be resolved is less than
360 degrees depending on the multiplier. For example, if the
multiplier were 3/2, the maximum phase shift that could be
resolved between successive tones would be 180 degrees.
Hence, test signals in which the inter-tone spacing varies can
be accommodated provided this limitation is met.

In the above-described embodiments, the signal from the
phase slope reference is applied directly to an ADC to gener-
ate the phase slope. However, the phase slope reference signal
may be passed through a heterodyned or homodyned receiver
before being digitized. In addition, the test equipment using
the present invention need not use a heterodyned or homo-
dyned receiver.

In the above-described embodiments, the signal from the
phase slope reference is applied to a separate ADC. However,
embodiments in which the signal from the phase slope refer-
ence is combined with the IF test signal before the IF test
signal is digitized can also be constructed, provided there is
no tone in the IF test signal at the phase slope reference
frequency. In this case, the phase of the tone at the phase slope
reference frequency is the phase slope value for normaliza-
tion.

Refer now to FIG. 5, which illustrates a receiver in which
the phase slope reference signal is combined with the signal
being measured. In this example, a test signal is down con-
verted using mixer 91 and L.O 92 to provide the signal to be
measured by a receiver 100. The phase spectrum of the output
of mixer 91 is shown at 101. The output of mixer 91 is added
to the phase slope reference signal 93 using resistors 94 and
95. The phase spectrum of the signal entering ADC 96 is
shown at 102. The summed signal is digitized using ADC 96
and transformed using a frequency transform 97 to provide an
input signal to phase normalizer 98. Phase normalizer 98 uses
the phase, ® of the component at the reference frequency to
normalize the phase spectrum to remove the dependence on
the time the digital sequence started.

The above-described embodiments of the present inven-
tion have been provided to illustrate various aspects of the
invention. However, it is to be understood that different
aspects of the present invention that are shown in different
specific embodiments can be combined to provide other
embodiments of the present invention. In addition, various
modifications to the present invention will become apparent
from the foregoing description and accompanying drawings.
Accordingly, the present invention is to be limited solely by
the scope of the following claims.
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What is claimed is:

1. An apparatus comprising:

a first receiver comprising:

a first signal port adapted to receive a first test signal
comprising a first plurality of tones;

a reference port adapted to receive a phase slope reference
signal comprising a reference tone and to generate a
sequence of digital values therefrom starting from a first
time;

a signal digitizer that digitizes said first test signal to gen-
erate a sequence of digitized values of said received first
test signal starting at said first time; and

a phase spectrum generator that generates a first normal-
ized phase spectrum that is independent of said first time
from said digitized values of'said first test signal and said
phase slope reference signal.

2. The apparatus of claim 1 wherein said first plurality of
tones in said first test signal comprises a sequence of tones
ordered by frequency, and wherein each tone is separated
from a neighboring tone in said sequence of tones by a fre-
quency that is a rational multiple of said reference tone.

3. The apparatus of claim 2 wherein said rational multiple
of said reference tone is an integer multiple of said reference
tone.

4. The apparatus of claim 2 wherein said sequence of tones
are equally spaced in frequency having an inter-tone fre-
quency equal to said reference tone.

5. The apparatus of claim 1 wherein said signal digitizer
comprises a first ADC that digitizes said first test signal to
form a first ordered sequence of signal values starting at said
first time and a second ADC that digitizes said phase slope
reference signal to form a second ordered sequence of signal
values starting at said first time.

6. The apparatus of claim 5 wherein said phase spectrum
generator transforms first and second ordered sequences of
signal values to first and second phase spectra, respectively,
said first phase spectrum comprising a phase for each tone in
said first test signal, said second phase spectrum comprising
a reference phase at said reference tone, said reference phase
being used to normalize said first phase spectrum.

7. The apparatus of claim 1 wherein said signal digitizer
adds said phase slope reference signal to first test signal prior
to digitizing said first test signal.

8. The apparatus of claim 1 further comprising a numeri-
cally controlled oscillator connected to said reference port,
said numerically controlled oscillator generating said
sequence of digital values of said phase slope reference sig-
nal.

9. The apparatus of claim 1 further comprising a controller
that causes said signal port to receive said first test signal
comprising said first plurality of tones comprising a first
highest tone and a first lowest tone, and causes said phase
spectrum generator to generate said first normalized phase
spectrum therefrom, said controller further causing said first
signal port to receive a second test signal comprising a second
plurality of tones having a second highest tone and a second
lowest tone, causing said phase spectrum generator to gener-
ate a second normalized phase spectrum therefrom, wherein
said controller combines said first normalized phase spectrum
with said second normalized phase spectrum to create a third
normalized phase spectrum having a third lowest tone and a
third highest tone, wherein said third lowest tone is equal to
one of said first lowest tone and said second lowest tone and
said third highest tone is equal to one of said first highest tone
and said second highest tone.

10. The apparatus of claim 1 further comprising a second
signal port adapted to receive a second test signal comprising
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a second plurality oftones, said signal digitizer digitizing said
received second test signal starting at said first time, wherein,
said phase spectrum generator generating a second normal-
ized phase spectrum that is independent of said first time from
said digitized values of said received second test signal and
said received phase slope reference signal.

11. The apparatus of claim 1 comprising a second receiver
comprising

a first signal port adapted to receive a first test signal
comprising a first plurality of tones;

a reference port adapted to receive a phase slope reference
signal comprising a reference tone;

a signal digitizer that digitizes said first test signal and said
phase slope reference signal starting at a second time;
and

a phase spectrum generator that generates a first normal-
ized phase spectrum that is independent of said second
time from said digitized values of said received first test
signal and said received phase slope reference signal,
wherein

said first receiver is remote from said second receiver and
wherein said phase slope reference signal of said first
receiver is synchronized with said phase slope reference
signal of said second receiver.

12. A method for generating a normalized phase spectrum
in a receiver for a test signal having a plurality of tones, said
method comprising:

receiving a first phase slope reference signal comprising a
reference tone in said receiver:

generating a first reference sequence of digital values from
said first phase slope reference signal starting from a first
time;

transforming said first reference sequence to a first refer-
ence phase spectrum;

generating a first test sequence of digital values from said
test signal starting from said first time;

transforming said first test sequence to a first test phase
spectrum; and

generating a first normalized test phase spectrum that is
independent of said first time from said first test phase
spectrum and said first reference phase spectrum.

13. The method of claim 12 wherein said plurality of tones
in said test signal comprises a sequence of tones ordered by
frequency, and wherein each tone is separated from a neigh-
boring tone in said sequence of tones by a frequency that is a
rational multiple of said reference tone.

14. The method of claim 12 wherein said test signal com-
prises a first plurality of tones comprising a first highest tone
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and a first lowest tone, and said first normalized phase spec-
trum comprises said first plurality of tones and wherein said
method further comprises

receiving a second test signal comprising a second plurality

of tones having a second highest tone and a second
lowest tone:
generating a second normalized phase spectrum from said
second test signal by generating a second test sequence
of digital values from said second test signal starting at a
second time and by generating a second reference
sequence of digital values from said first phase slope
reference signal starting at said second time; and

combining said first normalized phase spectrum with said
second normalized phase spectrum to create a third nor-
malized phase spectrum having a third lowest tone and a
third highest tone, wherein said third lowest tone is equal
to one of said first lowest tones and said second lowest
tone and said third highest tone is equal to one of said
first highest tones and said second highest tone.

15. The method of claim 12 wherein said first test signal is
applied to a device under test (DUT) and wherein said method
further comprises:

receiving a second test signal comprising a second plurality

of tones from said DUT;

generating a second sequence of digital values starting at

said first time from said second test signal;

generating a second normalized phase spectrum that is

independent of said first time from said digitized values
of said received second test signal and said received first
phase slope reference signal; and

determining a property of said DUT from said first and

second normalized phase spectra.

16. The method of claim 12 wherein said first test signal is
applied to a DUT and wherein said method further comprises:

receiving a second test signal comprising a second plurality

of tones from said DUT;

generating a second sequence of digital values from said

second test signal starting at a second time from said
second test signal;

generating a second reference sequence of digital values

from a second phase slope reference signal comprising
said reference tone; and

generating a second normalized test phase spectrum from

said second sequence of digital values from said second
test signal that is independent of said second time,
wherein said first and second phase slope reference sig-
nals are synchronized in time.
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